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Details

* Providing a graphical interface to the initial configuration Assigning the
“Hunting group” in the VES SIP Gateway of the loudspeaker zones
programmed in the Selector MULTIVES / miniVES software Assigning a
telephone number / DTMF code to the “Hunting group” — functionality by
simple Graphical interface Assign an access code to the “Hunting
group”. The code will be provided via the DTMF code Ability to register to
a SIP operator and 3rd party IP PBX systems Ability to call via SIP
registration or directly after the IP address (in the same network)
Connection setup with VES systems via SMS protocol Voice
transmission with VES systems via the RTP protocol 16 simultaneous
connections to the VES SIP Gateway The basic supported codecs are
G.711u and G.711A Manage network settings via the GUI interface
Recording communication with VES
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Technical specifications

As a company of innovation, Carrier Fire & Security reserves the right to change product
specifications without notice. For the latest product specifications, visit firesecurityproducts.com
online or contact your sales representative.
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